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Name : glibc-common-2.5-24-i386
Size : B58B1k
Summary: Common binaries and locale data for glibc

98~

Packages Bytes
Total 414 733M
Completed: 11 16M
Remaining: 483 717M
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End User Password: | | (purposely aot displayed for secunty protection)

IP Address: o qynamically assigned via DHCP (default) or PRPOE
(will attempt PPPoE if DHCP fauls and following 15 non-blank)

FFFoE account ID. |
PPPoE password ]
Preferred DNS server: [0 HU 0 HU
® stancally configured as:
IP Address: 20 |)s8  |jss | fi11

SubnetMask: [265 |[266 [[285 |0 {
Defaut Router 210 |69 |[o6 | [26¢ |
|
|

DNSServer 1: 192 |[1:2 |5 |1
DNS Server 22 [0 1] |Jo .0
Time Zone: |GMT+BOD (Eeijing, Singapore, Taipei, Kuala Lumpur, Irkutsk, Perth) v

Daylight Savings Time: & Mo O Yes (if set to Yes, display hme will be 1 hour ahead of normal time)

% B [P il L E i B R wA P
Bl-- = e IP
THELEw -

NATDHCP Serer Information & Configuration:

Cloned WAN MAC Addr: (in hex format)

LAN Subsnet Mask: | 256 255 2550 | (default is 255.255.255.0)

LAN DHCP Base IP: 19216821 | (base IP for the LAN port, default is 192.168.2.1)
DHCP IP Lease Time: (120 (in units of hours, default is 120 hours or 5 days)

B+ - K L DHCP % &

21




Grandstream Device Configuration

SIP Server: W| (e g, sip mycompany com, or IP address)
Outbound Proxy: |27U.59.‘-‘5-1 12 | (e.g., proxy.myprovider.com, or IP address, f any)
SIP User ID: |22222 I (the user part of an SIP address)
Authenticate ID: |22?2? | (can be identical to or different from SIP User ID)
Authenticate Password: | | (purposely not displayed for security prote ction)
Name: |22222 | (optonal, e.g, John Doe)

Use DNSSRV: ® No QO Yes

User D 1s phone number: O Mo @ Yes
SIP Registration: O No ® Yes
Unregister On Reboat: & No O Yes

Register Expiration: (in minutes. defautt 1 hour, max 45 days)
local SIP port: (defauilt S060)
local RTF port: (1024-65535, default 5004)

Usa random port: ® Wo O Yes
DTMF Payload Type: |101

Send DTMF: O in-audie @ wiaRTP (RFC2833) O wia SIP INFO
Send Flash Event: & Ne O Yes (Flash will be sent as a DTMF event if set to Yes)
Enable Call Features: ) MNo ® Yes(f Yes, Cal Forwardng & Call- W ating-Lisable are supported locally)

B+~ 0 e #(Fxs Port)
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228 7% (Fxs PORT)

SIP SERVER &3k %ad 3| 2% i 7 78 3% e TRIXBOX [P i
SIP USER ID %z = SIP &
Authenticate ID &3k * SIP i * L3

etk B

Grandstream Device Configuration

|21053.96.112

SIP Server: | (e.g., stp mycompany com, or [P address)
Outhound Proxy: |210.59.96.112 | (e.g., prouy.myprovider.com, or IP address, if any)
STP User ID: 5327444 | (the user part of an STP address)
Authenticate ID: 5327444 | (can be identical to or different Fom SIP User ID)
Authenticate Password: | | {purposely not displayed for secunty protection)
Name: | 5327444 | (optional, ¢ g, John Doce)
Use DNSSRV: @ No O Yes
User [Dis phone number: O No ® Yes
SIP Registration: O No @ Yes
Unregister On Reboot: ® Ne O Yes
Register Expiration: FEE— (i minutes. default 1 hour, max 45 days)
I local SIP port: 5060 I(def‘ault 5062) I
local RTPport: |5008 | (1024-65535, default 5008)
Use random port: & No Q© Yes
DTMF Payiead Type: 101
Send DTMF: @ m-awdie Q wa RTP(RFC2833) O wa SIP INFO
Send Flash Event: & No (O Yes (Flash will be sent as a DTMF event if set to Yes)
Proxy-Reguire: | |

B+ 4 3% % #%(Fox Port)
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Freferred Vorcoder:  chojce 1- | current setting is " PCMU” v]
(in listed order)  poi0 9. |cument setting is " PCMA" Vl

choie 3 | cument setting is " G723" v!

choice 4 | cumrent setting is " G729" "j

choice 5 | cument setting is * G726-32° w

choice € | current setting is " ILBC" »

Veice Frames per TX: |2 (up to 10/20/32/64 for GT11/GT26/G723/other codecs respectively)
G723 rate: @ 6 3kbps encoding rate O 53kbps encoding rate
iLBC frame size:  ® 20ms O 30ms
1LBC payload pype: |97 (between Y6 and 12/, detaultis ¥7)
SHeace Suppression:  © Neo O Yes
Fax Mode: @ T.38 (Auto Detect) O Pass-Through
Barly Dial:  ® No Q Yes (use "Yes" only if proxy supports 484 response)
Dhal Plan Prefix: (this prefi string 1= added to each dialed number)
Use #as Dial Kgy: O No ® Tes (ifsetto Yes, "#" wil function as the "(Re-)Dial" key)
SUBSCRIBE for MWI: & No, do not send SUBSCRIBE for Message Waring Indication
O Yes, send penocical SUBSCRIBE for Message Waiting Indication
Send Anonymous: ® No © Yes (caller ID will be blocked if set to Yes)

Special Feature: | Standard |
PSTN AC Termination: |320 Ohm + (1050 Ohm || 230 nF)) "’i mpedance
PSTN Disconnect Tane ! Frequency: f1 480 £2|620 (Hz, 0 - mactwe, default iz 480Hz + 620Hz)
PETN Déoaannast Tone Cadancer  Shojce 1. On 250 QQ‘?QGU (s, O - disabled)

Bl- + : 2% 2 3% (Fox Port)

TEER L

# T # (Fox Port)

1 ~ SIP SERVER #_3X % $|#¢ 7 728 2K ¢ TRIXBOX [P ixt o
SIP USER ID &3k ®_SIP etk 5. & % = SIP etk 55 -
Authenticate ID &£3& T SIP i * L4 -

Local SIP Port % 3% %_5060 Port -

PSTN Disconnect Tonefl 3% %_: 48012 3k =_: 620 -

PSTN Disconnect Tone Cadence 33k % 250 °

7~ SIP USER ID ¥ Authenticate ID 3k #§2 Fxs Port # - 2
ID &4

/4

4

J

’

2
3
4
5
6

J
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B -+ - : % % TRIXBOX
BALEA A Trixbox % 2= 2T #58 » 17 == PC to PC~PC
to Telephone ~ Telephone to PC

I~ Vi3t T 50 1 22222 EAE G HT-488 eha B T 350
75 & 52 HT-488 #r:k T e Fxs Port 5L - & -

2~ PR TR AU ¢ 0327444 E R B HT-488 ehRE e T R
5o A8 HT-488 #m3k @ Fox Port 5L - 4% o

3~ AP TN EEAE 0327333 AR ¥ - VT DR

&K T A Trixbox #73K T_en™> /2 — % 4 & K 7_4 Trixbox #73k _

)

3»"\:?

o
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Server time: 19:03:49

trlx yce User mode [ suitch ]

The Open Platform for Business Telephony
Home Portal MeetMe Fop

| jh User Mode |

What is trixbox™?

trixboy is the world's most popular Asterisk-based distribution. trixbox enables even the novice user to quickly set up a voice over IP phone system and other necessary applications such
as mysql and mare. trixbox can be configured ta handle 2 single phone fine for 3 home user, several lines for a small offiee, or several T1s far a million minute a month call center.

Getting Started

trixbax is a distribution of a number of other applications. Each of these applications help you manage some portion of your trixbox deployment. Below is a brief description of same of the
lezding applications within trizbox:

Voicemail and Recordings
This is the Asterisk Recording Interface. It provides a user friendly web interface to voicemail and call menitor recordings. s well, it provides access to user settings in Asterisk

Web MeetMe
This application helps you manage the web based conferencing ability of trizhoz.

FoP
Similar to HUDIite, FOP is an operator and call-control software. FOP runs inside your web browser using Flash, vs. HUDIite which runs on your Windows XP, Mac or Linux desktap.

2.6.1.13 2008 Fonality, inc All Rights Reserved.
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B= -+ = % 2 TRIXBOX(- )

1210.59.96. 112421/ r O -

trixbex-

The Open Platform for Business Telephany
Home Portal MeetMe FOP

20‘ User Mode |

Server time: 19:05:00
User mode [ suitch |

(7)

What is trixbox™?

trixbox is the world's most popular Asterisk-based distribution. trixbox enables even the novice user to quickly set up a voice over IP phone system and other necessary applications such
as mysql and more. trizbox can be configured to handle a single phone line for a home user, several lines for a small office, or several T1s for a million minute a month call center.

Getting Started

trixbox is a distribution of & number of other applications. Each of these applications help you manage some portion of your trixbox deployment. Below is a brief description of some of the
leading applications within trixbox:

Voicemail and Recordings
This is the Asterisk Recording Interface. It provides a user friendly web interface to voicamail and call monitor recardings. As well, it provides access to user settings in Asterisk.

Web MeetMe
This application helps you manage the weh based conferencing ability of trixhoz.

FOp
Similar to HUDIite, FOP is an operator and call-control software. FOP runs inside your web browser using Flash, vs. HUDlite which runs on your Windows XP, Mac or Linux desktop.

v2.6.1.13 2008 Fonality, inc All Rights Reserved,
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Server time: 19:08:42

t r IX ce User mode [ switch 1

The Open Platform for Business Telephany
Home Portal MeetMe FoP -

Lo User Mode

What ic trivhav™?
trizbox is the world's most popular Asterisk-based distribution. trixbox enables even the novice user to quickly set up a voioe over IP phone system and other necessary applications such
as mysal and more, trisbox can be configured to handle a sinale phone line for a hame user, several lines for @ small office, or several Tis for a million minute a month call center,

Getting Started
trizbox is a distribution of a number of other applications. Each of these applications help you manage some portion of your trixbox deployment, Below is a brief description of some of the
leading applications within trixbos::

Voicemail and Recordings
This is the Asterisk Recarding Interface, It provides a user friendly web interface to voicemail and call monitor recordings. As well, it provides access to user settings in Asterisk.

Web MeethMe _
This application helps you manage the web based conferencing ability of trixbox.

Fop
Similar to HUDIite, FOP is an operator and call-cantrol software. FOP ich runs on your Windows XP, Mac or Linux desktop,

&mmd Area HOfEIERER 210.50.96 112 BRERFEWAT

| maint

v2.6.1.13 @2008 Fonality, inc All Rights Reserved.

HIERE AREH @ RARTETHRIERS (maint) - RHIIRSEFEIETREER (password)

B L w ok % TRIXBOX(=Z)

= Server time: 19,28;40

t r IN trixbox Registration = Admin mode [suitch]
: \_+ Registration

The Open Fiatfol

r o)
EystemStatus i By registering your trixbox CE system you will be qualified to purchase support contracts from ‘ =
| Fonality. Registration is aptional for normal use but is required to purchase support.

1 Server Staty In order to stop this registration form from poping up, click the setting-> registration link. Go to | frixbiox Status
| e - the bottom of the page and dick "Don't ask me to register again."
| |-l I Hastname: trixboxCHNA

web server [l = I

Contact Me w | Local IP: 210.59.96.112

cron server [l L 5

SSH server Ermail ! 70 Public IP; 210 59 96.112

Mysal At Erail 21| active Channels

1A SIP: 0

Helpful Linl Alt. Phone Fe Current Registrations
SIP: O

Forum Company J 1% 0
Recent Dosts

HUD Lite Address I+ SIP Peers

Video Tutorial: e Online: 1
Documentatiof Addrass 2 ‘ Offline: 7
FtOCC Unmonitored: 7

Buy Support City i
14%2 Peers
State Select A State v |+ B Online: 0

= Offline: 0
Country Choose a country o = Unmonitared: 0

2ip y 5B Extensions DND

Number of extensions ‘ [

trixbox Forum Usamame

Systarn Status Versio
- Registration Moduls Version: 2.6.1

REOETEEI S

Bl= +3 % L TRIXBOX(2 )
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trlx trixbox Registration

The Open Platform for Business Telephany

Gystem Status  Packages  PBX System Settings Help
Server Status Annduncarnents
ssterisk  [RURHRE trixbox CE current release is 2.6.1.13
web server [EHING Network Usage:
rron carver BB | Device Recoived Sent Err/Drop
ssH server [INAINE = ° 8.39 M8 839 ME 0/0
Mysal iy etho 428.45 MB 255.87 MB 0/0
it 0.00 K8 0.00 KB 0/
Huo server [INESEN
: Memary Usage
Helpful Links Type Percent Capacity Free Used Size
Farum - Kernel + applications 0% 98,29 MB
Recert Posts - Butters — 1Y 151.92 ME.
HUD Lite - Cached I 40% 196,04 ME:
wideo Tutorials ' Disk Swap 10w 760,58 Mg 0.00 KB 760,08 MB
Documentation
Ftocc
BUY SUpport Mounted Filesystams
Mount Type Partition Percent Capacity Free used size
ext3 /dev/hdaz 3% (1%) 33.08 GB 1.21G8 36.15 GB
/hoot ext3  jdev/hdal BN 11% (1%) 82.80MB 10,32 MB 95.72 MB
fdev/shm  tmpfs  tmpfs 10% (1%) 247.73 MB 0.00 KB 247,73 MB
Totals : W3a% 33.40 GB 1.2z GB 36.49 GB

System Uptime

SErVEr Uptime: 59 days, 8 hours, 21 minutes
sterisk Uptime: 8 weeks, 3 I:lavs 8 hours, 21 minutes, 9 seconds
Llst Reload Time: & weeks, 4 days, 5 huurs 59 minutes, 40 seconds

Systam Status Version: 2.6.1.4

¥2.6.1.13 ©2008 Fonality, inc All Rights Reserved,
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trixhox Registration

trix

The Open Fatform for Business Telephony

Systein Status  Packages [PBX ] Systen Help
[pox Settings |
Sarver Status o Annguncements
iz
| astar trixbok CE turrent ralease is 2.6.1.13
dtersk WM L i o
weh corver RS s Hiekarl Uange
— PBX Status 4o
) A ..Lndﬂoll\l Manager Raceived rast Erv/]
<o server [NNE =0 142 1M a4z My wn
itk Bulk Lutensions 430,70 H& 284.13 MA L0
- Mysal [ I
M EDR Repart 0.00 KB 0,00 KB wo
HuD server [N
- Memary Usage
Helpful Links Type Percont Capacity Free Used size
[ - Kernel + applications F3.01 M
Recant Posts - Butfars 1% 181,92 MB
L - Cached I 40 15610 MU
Video Tutorials Disk Swap 1% 60,85 MB 0,00 KB TH0.00 M
Documentation il - ane -
By Support Mounced Filesystems
Hount Type Partition  Percent Capacity Free Used Bize
) avtd fdav/hdaz B (1) A G 1.21 G an.ak G
Moot a3 fdew/dal W 21% (1%) BZB0MB  10.82MB 572 MB
fdowjshen  empds  tmpfs 10% (1%) 247.73 MB 000 KB 247.73 M8
Totais ; B 3% 3340 GB 1.22 GB 35,49 GB
Systam Uptima

Server Lptime: 59 n.a\'sIE 8 hours, 30 minute:

5
Asterisk Uptime: 0 weeks, 3 days, © hours, 29 minutes, 34 seconds
Lusl Reluad Tlunz. O mechks, #udara, & lwurs, B miles, J souunda

Srsburn Fatus Varsion 2.6.1.4

1w 2eus Fonality, ine All Rights Reserved,
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Server time: 19:28:53
Admin mode [zuiteh]

trigbox Status
Hostname: trixboxCHNA
Local IP: 210.59.96.112
PublicIP; 210,59.96.112

Artive Channels

Current Registrations
SIP: 0
1a%: 0

SIP Peers
Onling: 1
Offline: 7
Unmanitored: 7

1AX2 Peers
Online: 0
Offline; 0
Unmonitorod: O

Extensions DND

Server tane; 19:29:47
Ak

o [gwitch]

triwbox Status
Hostranme: trisbox CHNA
Local IP: 210.59.96.112
Public 1P; 210.59.96.112

Active Channals
SIP: 0

Current Registrations
GIP O
Lax: 0

[AX2 Pears
Online; 0
Cffine: 0
unmonitored: 0

Extensions DND



triXu

_The Open Piatform for Business Telephony

System Status  Packages

PEX  System  Settings  Help

[UAHMIAY Reports  Panel  Recordings  Help

| Pl Tools
Admin

System Status

Server time: 19:28:55
Admin mode [zwiteh]

| Noticas System Statistics
\adule Admin | B There is 1 madule available for online upgrade @ | Processor
| d Defeul SOL Passmord Used © | Load mverape 005
Administrators o Default Asterisk Manager Password Used @/ cru 0%
1 @ 1o email address for online update checks @ Memory
cegilieCinks | © 44 New modules are available 9 oy %)
General Setings ; show all Swap 0%
Outbound Routes Disks
T | Statistics 1 =
Total activa calls ™ 05
Inbound Routes | [intamal calls 0| | s
Zap Channel DIDs i Bt o Fiatiiorh
UL L Total active channels 7 o.- : S
Blackiist | Connections xg:cam' 2’23:2:3
DayMight Control - il ansmil &l
| IEEGRE: Oniine 1
‘F\;‘WME : 'Server Status
Queuss |ptice, Asterisk [ o)
Ring Grougs System Uptime: 3 wesks, 3 days, 8 hours, 30 minutes Op Panel C oK
T GanTH. Asterisk Uptime: & weeks, 3 days, 8 hours, 30 minutes MySaL [ 5]
Intemal Options & Configuration Last Reload: 6 weeks, 4 days, 6 hours, 8 minutes ‘Weh Server ORI
Conferences S8H Server Lok
Gizmos Intagration e
Languages
Music on Hold
Paging and Infercom
Parking Lot
System Recordings
o/ 3, b H <BEH £
% A (PBX Settings)>32£HY (Extensions)
B= -+~ 1 2 TRIXBOX(- )
@ Server time: 20:03:32
ce Admin mode [suitch]
trixbex
The Open Platform for Business Telephony
System Status  Packages  PBX  System  Settings  Help
[UAHiRY Reports  Panel  Recordings  Help
ES@lipl Toois Add an Extension
System Stalus Please select your Device below then click Submit
Module Admin |2
Devive 5327 ~5327~
Admiinistrators 11111 <11111>
Device Generic SIP Device v 22222 <2222%>
FEskire Cides 5327111 <5327111>
Ganeral Setings
o | 5327222 <5327222>
e 5327333 <5327333>
5327444 <5327444>
sUBolRIgeuESs ) TR 5327555 <5327555>

Zap Channel DIDs
Announcements
Blackiist
DayMight Control
Fallow Me

VR

Quaues

Ring Groups
Time Conditions

Internal Options & Configuration

Confersnces
Giemos Integration
Languages

Hlusic on Hold

Paging and Intarcom

v2.6.1.13 ©2008 Fonality, inc All Rights Reserved.

#E A (Extensions)—>32EHY (Submit) i€ AT E RIS
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& Tools

Syfem Status
Module Admin
Basit:

Administralors

Extensions

Fealurs Codes

Ganaral Sellings
Qutbound Roules
Truniks

Inbound Call Control

Inbound Routes
Zap Channgl DIDg
Anhountements
Blackiist
DayiNignt Cantrol
Foliow i

[

Queuss

Ring Graups
Time Conditions

Intermal Options & Configuration

Conferences
Gizmas Infegration
Languages

husic on Hold
Paging and Intercom
Patking Lot

System Recordings

Extension: 22222
Delete Extension 22222

Add Follow Me Settings

Edit Extension

Display Name prrrs]
CID Num Alias
SIE Alias

Extension Options

Direct DID

DID Alert Info

usic on Hold [ default |
Ctbourd 0

Ring Time | Defoult |
Call Waiting Enable v

Emergency CID

Device Opfions

This device uses sip technology

sacrat mn
dimfmode ife2833
canreimite no
context from-internal
host dynamic
type friend
nat yes
port 5060
qualify yes
callgroup

pickupgroup

disallow

allowe

XFTIEEEES

Status

| Disabled »

Yoicemail Password

Email Address

Pager Email Address

Email Attachment
Play CID

Flay Envelope
Dclcte Vmall

Vvl Options

Wi Context
Ymx Locater™

Oyes  @no
Oyes  @no
Oyes  @no
Oyes  @no
default

| Disabled + |

Bl =

MELE ST LR Z T (Submit)
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Enihsh

Add Extension
5327 <5327>
11111 <1111

5337111 <5327111>
5327222 <5327222>
5327333 <5327333>
5327444 <5327444>
53775565 <5327565>




trix ==

System Status  Packages PBX System Settings Help

il Reports Panel  Recordings  Help I 2
Extension: 22222 | Englizh
Delete Extension 22227

Add Extension
Acld Fallow e Settings 5327 <5327>

) _ T 11111
Extansions | Eiit Extanglo)

Feature Godes 9327111 <3327111=

B ra) e Display Mame 2 5327222 <5327222=
S e | ‘cDNmiae
5327333 <5327333=
SIP Alias

5327444 <5327444>

Inbaund 53727555 <5377555=

Eatonsion Optivws

f':n;’;nanm D5
Anf neemeants
Direct CID
CID Alert Info
Music on Hold [default |
Outbound CID
Gueves | RingTime Defaull
RingSraupe Call Waiting [Enable +|
' ' ot Emergency CID
Confersnices
Slemos Inlegration Device Oprions

This device uses sip technolody.

secret mn

dimimode: ric2B33
System Recordings :

canreimite no

context from-irtemal

host dynamic

twe friand

niat yos

%32 HY (Apply Configuration Changes)

W= - - © %% TRIXBOX(~ - )

ly &ll configuration changss to your PEX

$%3¥EHY (Continue with reload)

Bl= -+ = & < TRIXBOX(+ =)
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%3 Connect i7ids#s (7 »

¢ EBLE M o

Server Login

Server

[140.117.109.31

Account | mobilel

| | Login

I/

| I Joint

Sound System Initialized

[ Connect | Sound | GPs | Map |

R I R E Ll
(sound system setup)d & @ fizBIRA >

2% % (output devise)
{ﬁiﬂf\ % % (input devise)&§ &
FOLRRR L OB R

)
o

BB RIS T 1538 Test 42 (73 BRI -

OC il
Sound System Setup

Input Device

AT

Audio Input

1

Output Device

Audio Output

il

Start Close

Test

Connect | GPS| Map |

EXIT




Bl=-+7:

B L4805 chd TR ik 43K T(GPS setup) GPS Setting
T AL BPEE ) LB T = BIRA C
5 RiTBREE PR BT GPS Com  [COM2 |
% - B4 GPS Com ; Interval
% = £ Interval ; server  [60.249.190.65 |
) = 2y :' L 5. o
FZ AL e GPRS Sending
T LEE N 5 F — R HTEE 20l g
peRligr FEorpd EkA L LI LR B gﬁﬁé 52235%0'(

WrREE i i o 0 v % w'EA(Invisible) ® »

Connectl Sound I Map

EXIT

Bl=-L=:
BT L8 4 6 cnBEm 0 Blen# i (show map) & Show Map
oo RIEBEINA 0 RYET LEER WL LR RD A (& o
(50
B H KB G A S A e 81 8 BT 8
1
SRS R TUE LR AR A DI%° = -
BT R s O
’ﬂﬁ ] =) i i o !
P ) @ L)
AL e

T [

]

m Z-In | | Road

Bm Z-Out| | Satel

GPS | Map
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121K [ | ©)
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Z-In | [ Road

[ShowMe] ﬂﬂm Z-out| | satel

Connect | Sound | GPS | Map

Bl= -+ ~4=40¢ < (Call Center)
Y e EBR T AU SRR e o T2 i AR HE 1T B A G AT o
i

fi

Fion TR LR J P
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2. B8 GISH 3 & #32 4 hbatiz

3,ga§ﬁwﬁEﬁﬁmﬁlﬁ%ﬂ

& Evo VoIP VB client

- Berver Connpction =
dddes  [[GIT710330 Comsst ; [ #@ | & [Bawm |
UDecams  [mn iy, Y
FPosswond,

Channels

Tpdated channsl #

Tiser #22, nickname adwmin joined channsl 22
Joined channel #1 channel path /

Tser #6, yockname i joued
Adﬂml;hmml#lﬂ\mmlpw\.‘

Logged m vuccessfully, Got wer of 22

B
T rinrin

uuu

admin

“[“_'Irsyw(l}
Cave(y

W=+~ (1) S5 RRE L # sl
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[ Evo VoIP VB client

Server Connection

Address 140117100 31 Eoana P
%
Dsernsme admin. -
Digonnect
Passwond

-)
e

)
[€]

WRH Fagy

Chennels

Channel path ﬁ

Upliaend channel !
i kname edyun jomed channel 32
Inmed chamlelﬂ channel path /
sex #6, nickname xinrin joed chanmel 6
.'\Med channel #1 chmlpw\f
Logged m soccesstully, Got veer s 22

uuu
admin
(3 nsysu (1)
@vwew
fowreosr
e

Bl= 4~ (o) 2TH RRRE Y

Server Connection

Aidres 140117108 31 e
Usemame i
Disconnect

Updated charnel /

User #22, nickname admin joised channe] 22
Joined channel #1 chennel path /

User #6, niskname rinom joined channel §
Aded Channel #1 channsl path /

Logged in supcessfully. Got uer id 22
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